Al202
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Intelligent Microphone Processor
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»Al202 is a professional intelligent conference microphone processor that combines Al technology. The designer of this product has developed the new
technologies that can be employed in the business conferences and speech applications, enabling the product to have the functions of speech recognition, artificial
intelligence noise reduction, automatic gain control for pickup distance, 4-level automatic feedback suppression, frequency division, and 10-band parametric
equalization DSP processing.

» Equipped with the 2-channel D analog balanced input and 2-channel D analog balanced output, the product adopts the sampling rate of 48KHz, 24bit D/A
conversion and 32bit DSP processing technology; Meanwhile, the product is a high-quality sound reinforcement equipment specially designed for large and
medium-sized professional venues, including the business meeting rooms, remote conferences, command centers, classrooms, lecture halls, multi-function halls,
and other places requiring the long-distance and high-definition sound reinforcement.

»2- channel XLR input, 2- channel large three-core input.2- channel XLR output, 2- channel large three-core output.

» Optional line input or microphone input (microphone input with 48V phantom power function).

» Each input channel is equipped with Al artificial intelligence speech noise reduction function (ANS), which can be adopted to effectively filter out the ambient
noise such as air conditioning, friction, and book flipping picked up by the microphone.

» Each input channel is equipped with an automatic gain control (AGC) function to increase the effective pickup distance of the microphone and improve the sound
flicker caused by changes in the distance between the speaker and the microphone.

» Each input channel is equipped with a 4-stage automatic feedback suppressor (AFS), a frequency divider, and a 10-segment parametric equalizer.

SHHE Specifications

BABMABE SZREA+15dBu@1kHz , EFXISIA10dBU@1kHz Maximum input level Line input +15dBu@1kHz, microphone input 10dBu@1kHz
BAWKHBE Z£KRHH+15dBu@1kHz Maximum output level Line input +15dBu@1kHz
SRR  65Hz ~ 20kHz ( +/-1dB) Frequency response 65Hz ~20kHz ( +/-1dB)
BAN/EEEESEE  110dB Input/output dynamic range 110dB
BigiEkE  <0.02% Total harmonic distortion  <0.02%
RHEZE  48kHz Sampling rate  48kHz
fSIREL  >93dB SNR >93dB
{EHEEO SOFUSBIERE PC (WindowsER %t ) #HTIREFISIRT I Control interface  Support USB connect with PC (Windows system) for setting
R IRERERAIRF23ETR and real-time monitoring
BiE ~220V+20% , 50Hz/60Hz Scenario 23 sets of preset data can be stored
R (HxWxD) 45x483x268mm Power supply ~220V+20% , 50Hz/60Hz
EE 3.5kg Dimension(HxWxD) 45x483x268mm
Weight 3.5kg
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